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Tasks
For Site B

Enable Single Number reach on Site B Phone 1. Configure 3101 on second Line of Site B Phone 1.
When 3101 calls 3001, the call should ring both Site B Phone 1 on Line 1 and the Site B PSTN number at
6043000. User should be able to answer the call from either Site B Phone 1 or from PSTN phone. If the
PSTN phone answers the call, Site B Phone 1 should go on "HOLD" mode. If the call is answered by Site
B Phone 1, the PSTN phone should stop ringing.
Create user sitebone for Mobility (SNR) Feature

 Note:
On Site B Phone 1 Line 4, configure a button to toggle this feature ON/OFF

Also configure phone softkey template to switch between Mobility states ONHOOK/CONNECTED

For HQ Phone 2
Enable Single Number reach on HQ Phone 2. Configure 2102 on second Line of HQ Phone 2. When
2102 calls 2002, the call should ring both HQ Phone 2 on Line 1 and the HQ PSTN number at 5032000.
User should be able to answer the call from either HQ Phone 2 or from PSTN phone HQ Line. If the
PSTN phone answers the call, HQ Phone 2 should go on "HOLD" mode. If the call is answered by HQ
Phone 2, the PSTN phone should stop ringing.
Create user hqtwo for Mobility (SNR) Feature

 Note:
On HQ Phone 2 Line 4, configure a button to toggle this feature ON/OFF

Configuration:  Click to collapse

Site B – Publisher
Device > Phone Configure Line 2 for 3101
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Device > Device Settings > Phone Button Template

Device > Device Settings > Softkey Template (Copy Standard User Template)
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User Management > End User



C
O

N
TE

N
TS

https://t.me/learningnets



Device > Device Settings > Remote Destination Profile

Device > Remote Destination

Device > Phone
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R2 – Site B Gateway

voice translation-profile LOCAL 

 translate redirect-called 9303 

Ensure redirecting number command is configured under serial interface 0/1/0:23

Verification
R2 - H323 Gateway

debug isdn q931 

Enable Mobility on Site B Phone 1. 
Call from Test Line 3101 to 3001. 
You should be able to see the following output,

  Called Party Number    6043000   

  Redirecting Number     6033001    

  Calling Number         6033101    

HQ – Publisher
Device > Device Settings > Phone Button Template (Copy Standard 9971 SIP)

User Management > End User
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Device > Phone (Assign the phone template created to the HQ Phone 2 and the Owner User ID
Field) 
Device > Phone (Go to Line 2 of HQ Phone 2 and assign extension 2102 on Line 2. Assign
External Phone Number Mask.) 
Device > Device Settings > Remote Destination Profile (Assign the Re-Routing CSS)
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 PLUS (+) Dialing For HQ Site (/workbook/view/ccie-collaboration/task/plus-dialing-for-hq-site-
MzAzOA%3D%3D) | CUCM Features – Call Park & Directed Call Park (/workbook/view/ccie-

collaboration/task/cucm-features-call-park-directed-call-park-MzA0MA%3D%3D) 

Create a Partition PT-CallingXform-SNR and create the corresponding CSS. 
Create a Calling Party Transformation Pattern as follows:

Pattern                       5022002 (This number should be the same as the External Phone Number Mask in RDP)  

Partition                     PT-CallingXform-SNR 

Calling Party Number Type     Subscriber 

Calling Party Number Plan     ISDN 

Apply the Calling Party Transformation CSS to the MGCP Gateway Endpoint in the field Redirecting
Party Transformation CSS 
Uncheck the box Use Device Pool Calling Party Transformation CSS.

Verification
Enable Mobility on HQ Phone 2 of the SIP phone. 
From Line 2 (2102) of HQ Phone 2 dial 2002. 
The output should be as follows:

Calling Number                5022102     

Called Number                 5032000     

Redirecting Number            5022002 
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